1st Topic
Recording to MP3


This topic is really interesting for me, because for now I’m working on it. I’m working on Video and Audio editing, so actually Recording to MP3 is part of my job I also subscribe my idea to the server about this topic.


This Topic was written by Susan Gahrlein from University of North Texas. She has problem about how to record her student oral assignment into .mp3 format. Because if she record it into .wav format the size were so big. She was asking is there any program which are able to record the analog sound into .mp3 format. Then there’s a lot of people there subscribe their idea. Noelle from German suggest Susan to log into odeo.com, this site is provided free online recording. So the students or the teachers only need to log into this site and record their conversation.  
Other ones suggest Susan to try some kind of program which is able to do what Susan wants. Such as: Audacity, RecordPad, DL Recorder, all of them are freeware (except RecordPad). The interesting one is the Audacity, most of the subscribers were suggest Susan to use this program, and most of them were already use this simple, user-friendly, and free software. This software not only support for Widows OS, but also for MAC OS, and Linux. This Program according to the subscribers not only able to record into .mp3 format but also .ogg format which is the quality of this format were same with .wav format but in smaller size. 

From this topic Susan will get the solution for her university, and her student would be able to use it, sent it as attachment via e-mail as her wish.

Summarized by
Widi Arie Nugroho

11 2003 087 

--- Forwarded Message from "Susan Gehrlein" <gehrlein@unt.edu> ---

>Date: Thu, 21 Sep 2006 08:41:32 -0500

>From: "Susan Gehrlein" <gehrlein@unt.edu>

>Subject: recording to MP3

>To: LLTI-Editor@Dartmouth.EDU
What program are some of you using to record student oral assignments? 

Faculty

want students to record their assignments on the computer and then 

email them.

Most programs save to WAV but that's too big. We need a really simple

program-sort of like recording on to a cassette tape-the students can 

use, save

as MP3, then attach to an email.  

Susan Gehrlein

Director, Foreign Language Learning Center 

University of North Texas

PO Box 311127       Denton, TX 76203-1127

940-565-2585 (tel)    940-565-2581(fax)

gehrlein@unt.edu
Hi, Susan,

You might consider the free services provided at odeo.com 

For the German Online courses here at PSU, we have each instructor set up a single Odeo account, with a podcast for each week of the course. The students are given the password and log-in info for the account and record their weekly speaking assignments using the very simple recording interface provided in the Odeo Studio. After recording, they can then place their audio file into the weekly podcast. The instructors listen to the audio files via the Odeo site or by subscribing to the podcasts via iTunes and then listening to the audio on a portable mp3 player.

Using Odeo means that the instructors do not need to open multiple emails and attachments. They also have the option to listen and grade during the daily commute or while walking to and from classes, if they download the weekly podcast to a mp3 player.

Noelle

What you want is Audacity.  It is free, runs on Windows and Mac, and  

is simple to use.

http://audacity.sourceforge.net/
JP

Jonathan Perkins

Associate Director

Ermal Garinger Academic Resource Center

University of Kansas

4070 Wescoe Hall

1445 Jayhawk Boulevard

Lawrence KS 66045-7590

Phone:  (785) 864-4782

Fax: (785) 864-1256

-----4-- from read@LSS.WISC.EDU
Many of us use Audacity, free recording software that can save in MP3 

or

Ogg formats as well as WAV.  

http://audacity.sourceforge.net/
****************************************************

Read Gilgen

Director

L&S Learning Support Services

University of Wisconsin - Madison

(608) 262-1408

read@lss.wisc.edu
-----5--  from eanderso@BATES.EDU
Hi Susan,

I've had very good success with a zippy little program called 

RecordPad, 

from a company called NCH in Australia. They offer a decent trial 

period 

to play with it and is not very expensive.  It has an almost 

idiot-proof 

interface, which is great.

You can make little .mp3 (or .wav or .aiff) recordings and make all 

sorts of adjustments in bitrate settings to to save space depending on 

the need for quality.  You can specify their output folder and ALSO 

(the 

kicker) have the program automatically email them to any specified 

address or even dump them via ftp into a designated server directory, 

from whence faculty can retrieve.

Perhaps worth checking out?  (Also check out their invaluable Switch 

app, which comes bundled if you purchase.)  Find it at:

http://www.nch.com.au/recordpad/index.html
cheers,

Ellen

-----6--  from samantha.earp@DUKE.EDU
Susan,

You're probably going to get a flood of these answers, and my guess is 

that many will say Audacity! Audacity is an open source audio editing 

program that works on Mac, PC and Linux platforms (the latter is 

especially important to us given the number of engineering students we 

have) - see http://audacity.sourceforge.net. We introduced this in 

language curricula a few years ago, and it has become the standard 

supported audio editing tool across campus. There are many other 

options, 

some free, many not, so this is by no means the only choice. But it has 

worked well for us for general purpose recording for many different 

curricular purposes & multimedia projects. Saving in MP3 format 

requires 

the additional download of a LAME MP3 encoder, but it isn't hard to set 

up.

Best,

Samantha Earp

Head, Instructional Medai & Language Technology Services

Duke University

-----7-- from weadolph@MAILER.FSU.EDU
We are using Audacity ( http://audacity.sourceforge.net/) it is free 

and very versatile - maybe to much so for some.

We also use the DL recorder available from Dartmouth (great in its 

straight forward design) - but as of now only can read not convert to 

MP3. I understand they are working on mp3.

Wolfgang

-----8-- from doug@LSS.WISC.EDU
Hi Susan,

We use Audacity with the LAME mp3 encoder -

http://audacity.sourceforge.net/
For the most part instructors and students find the interface easy to

use. It has some advanced features that are easy to ignore when they

aren't needed.

We have developed a few training materials, if your interested, which

can be found at:

http://babel.lss.wisc.edu/~doug/audacity/    and

http://babel.lss.wisc.edu/podcasting/
Thanks!

Doug

Doug Worsham

Foreign Language Technologist

AV Services Coordinator

L&S Learning Support Services

246 Van Hise Hall, UW-Madison

Madison, WI 53706

608/262-4965

doug@lss.wisc.edu
http://babel.lss.wisc.edu/~doug/ 

-----9-- from otmar@dartmouth.edu
dl-recorder simplifies the recording process and gets away from the 

complex

interface of more sophisticated programs. It was built to replace the 

language

lab cassette recorder and provides the same functionality students and

instructors are used to. 

Otmar Foelsche

Dartmouth College

2nd Topic
Creating MP3s


Again, why I chose this topic for my 2nd topic is because I’m interested in Video and Audio editing. By reading this topic I could increase my knowledge about digital audios. 


This topic is subscribed by Barbara from University of Chicago. She’s asking the differences of Good (128 kbps) and Higher (192) bit rate when she creating mp3 from her .wav files using the “iTunes” program. She ask about it because when she create mp3s on 128kbps and 192kbps there’s no differences for her, only difference on it’s size about 13 MB (for the same material). There are 5 people subscribe their ideas for helping Barbara. One of them explains briefly that actually there are some differences when she create mp3s on 128kbps and create on 192kbps. But if she’s using regular (standard) computer speakers or headphone, the differences will be imperceptible, even if she creates on 320kbps. The difference in quality may be perceived when she’s using high quality sound system speakers or headphone. The higher kbps actually will be useful if we’re recording or creating music files, but if only for recording or creating voice files lower kbps were acceptable. Other suggestion also subscribed by Derek Roff, he wrote that if the mp3 files only for the student listening just create it on 128kbps, and use wav formatted for the archive. Because mp3 files were easy to be wrecked. But if we want to use mp3 files as the archive we must create it on higher bit rate (e.g. 160kbps or 192kbps). The other subscriber also suggest to create onto QuickTime (.mov) format because it will be smaller and faster to accessed via internet (but in low quality audios of course).

Summarized by

Widi Arie Nugroho

11 2003 087 

Forwarded Message from Language Archives

<language-archives@listhost.uchicago.edu> ---

>Date: Thu, 14 Sep 2006 15:39:14 -0500

>From: Language Archives <language-archives@listhost.uchicago.edu>

>User-Agent: Thunderbird 1.5.0.5 (Macintosh/20060719)

>To: LLTI@LISTSERV.DARTMOUTH.EDU
>Subject: Creating MP3s

Language study at the University of Chicago is moving (fairly abruptly) 

into digital delivery. I have captured audio from tapes as .wav files 

(40 kHz, 16- or 24-bit). I want to convert these to mp3s files, but I 

find that iTunes (which I am using right now) gives me three pre-set 

options and then I can customize as I choose. Can anyone tell me what 

perceptible differences they have noticed among these various options? 

Good (128 kbps) and Higher (192) (both mono and 48 kHz) sound basically 

the same to me, with a 13 MB difference in size for the same material. 

What would 320 kbps get me? (Is there anyone out there doing phonetic 

analysis of language audio?)

Barbara

--- Forwarded Message from Roberto Perez <rgpg@technologist.com> ---

>Date: Fri, 15 Sep 2006 11:53:31 -0400

>To: Language Learning and Technology International Information Forum              

<LLTI@LISTSERV.DARTMOUTH.EDU>

>From: Roberto Perez <rgpg@technologist.com>

>Subject: Re: #8321 Creating MP3s

>In-Reply-To: <67900395@newdancer.Dartmouth.EDU>

>References: <67900395@newdancer.Dartmouth.EDU>

At 11:38 AM 9/15/2006, Barbara wrote:

>Good (128 kbps) and Higher (192) (both mono and 48 kHz) sound 

basically

>the same to me, with a 13 MB difference in size for the same material.

>What would 320 kbps get me?

If you are recording voice, the difference in quality between 128 

kbps (the minimum for "CD quality), 256 kpbs, and 320 kpbs will be 

imperceptible if you use regular computer speakers. The difference in 

quality *may* be perceived when you play the files over a PA system, 

for instance, or some other quality sound system.

If you are recording voice, then that's a different story. There are 

certain instruments at certain frequencies which sonority may be 

affected (i.e., decreased) at lower qualities. So a higher quality 

file played in a high quality sound system will give you a better 

rendition of the music, with all the little arrangements, additions, 

and "embellishments" added by the different instruments.

I'd say, if storage space is not an issue, use the highest quality 

(e.g., 256 or 320 kpbs). You can easily use a "save as" function with 

the mp2 files to shrink them later if needed. But if you have the 

lower quality ones, and you want to increase the quality, you'd have 

to go back to your original .wav files and do the conversion again.

Regards,

Roberto Perez

rgpg@technologist.com
--- Forwarded Message from Derek Roff <derek@unm.edu> ---

>Date: Fri, 15 Sep 2006 15:01:25 -0600

>From: Derek Roff <derek@unm.edu>

>To: Language Learning and Technology International Information Forum

<LLTI@LISTSERV.DARTMOUTH.EDU>

>Subject: Re: #8321 Creating MP3s

>In-Reply-To: <67900395@newdancer.Dartmouth.EDU>

>References:  <67900395@newdancer.Dartmouth.EDU>

As Barbara mentioned, iTunes has three pre-set options, and a "Custom" 

choice for MP3 encoding bit rates, which reveals about a dozen options.  

It 

also offers the possibility of variable bit rate encoding.

An element in the decision of MP3 bitrate is whether you will preserve 

an 

archive of the WAV files.  If you archive the WAV files, then you could 

choose a fairly modest MP3 bit rate for the student listening files.  

You 

will be able to produce a higher quality MP3 file (or whatever replaces 

MP3) when needed.  If you plan to dump the WAV files, and the MP3s will 

be 

the archive, then you may want to record them at a higher bit rate.

I find 128 kbps to be perfectly acceptable to my ears for voice 

recording, 

and we don't have student or teacher complaints for material recorded 

at 

that bit rate.  However, I record mostly at 160 kbps and 192 kbps, 

because 

I haven't had a space shortage for storing the digital files.  If I had 

to 

digitize our whole analog collection, I would probably drop down to 128 

kpbs.

Especially at the lower bit rates, I would use the variable bit rate 

encoding option.  This option should offer better sound quality at the 

same 

average bit rate, although I haven't done any listening tests.

Derek

--- Forwarded Message from "Karl William Fisher" <kfisher@nccu.edu> ---

>Date: Sat, 16 Sep 2006 04:32:02 -0400

>From: "Karl William Fisher" <kfisher@nccu.edu>

>To: <LLTI@LISTSERV.DARTMOUTH.EDU>

>Subject: Re: #8321 Creating MP3s

Dear Barbara;

The IT folks at my new job suggest that sound files should be delivered

as true streaming audio.

In our case that is the QuickTime .mov format.

This allows dial-up users to get reasonable service.

I think that the larger file size would get you slower service with 

very

little perceptible quality.

It's like AM and FM radio. AM is fine for talk radio. For music FM is

better.

Hard drive space is not really an issue any more, but bandwidth is. For

foreign language audio, streaming with Real or QuickTime is the way to

go.

Best,

Karl Fisher

Lecturer in Spanish

NCCU

Durham, NC

iTunes allows you to extensively customize the conversion of imported  

audio. Go to iTunes Preferences, choose Advanced and click on the  

Importing tab. You can customize the codecs for MP3, AAC, WAV and  

others. For digitized voice, such as textbook audio, we use MP3  

encoding at a 48kbps mono bitrate and 22.050 kHz sample. To our ear,  

textbook audio thus encoded produces a very small file that is  

indistinguishable from 128kbps (or higher) stereo with a sample of  

44.100 kHz.

-John

___________________________________________

John de Szendeffy

Multimedia Language Lab

Center for English Language and Orientation Programs

Boston University

